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Abstract

WEEEIEE R (S2ST) AERAEFHA (LLM) Y4k
R TR, XA B HOEE BT VT T OR .
XA TIET, ISR B i RORSE B — B — A
LLM ZFEAUH SCAR SR EYIGR, XA T A8 Y 3
B RG-S BIE BB S BSHR G TH . h T
RSN ZRIRME , FATHEADET h g ih TR S A 5
AN FAVHE G R v 6 ) A2 5 118 B SCAR FRLITTT
A& BT, HA e 5% 18 SO BRICTE 1 G AT AL A
FATTBEE D50 e e 20 WD SCAR R LB, DAL HEA SCA
FEE R e RAE B FATTEIEAE CVSS $iuse Bxt
LLaMA3.2-1B #EATHLH , FEATSER AT S2ST. Ar]
KW, FriE it AR SR GE T RIPEERE, AR T
G A RIS .

Index Terms: speech-to-speech translation, large lan-
guage model, modality adaptation
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Algorithm 1 ZZEEE-CAHIT

Input: speech  semantic  units S =
{51y, sm} , word alignments A =
{(alv bla wl)a ey (a’j7 bj7 wj)a () (aN7 bNa ’LUN)}

Output: interleaved speech—text units I,

1: Initialize I, + S,J < {0,..., N} .
2: while N —|J|<p-N do

3:  Randomly select j € J .

4:  Sample length [ ~ Poission(\) .
5

Replace sq;, ..., 8p,, in I, with BPE( wj,...,w;j4
).

6: J<—J—{4,...,i+1}.

7: end while

Table 1: w2v-BERT (W2VB) #49 ASR ##%iB (FT) Fei% 4
Btk (CoT) a3k,

v3 BERA BT B ASR SR BITEN) . SR RGBT
UTMOS [39] #E471FAk. FATHIIA ASR ] (ASR FT)
YT HERPE R X EEL, 0 [7,40] h R, FEHERIA T
CoT $E/RmARCE, (7] PR, 2 G, WATER
B 2 E AT TS S AR E L B2k

22 JBR TIAVHE CVSS WX LG T T H£ T
RO RIS (ILT) W EBELE. AT T =Ff
Y BHEMAZFMNILL (Baseline) . $RIUHIT
R 5 ARG (Scheduled TLT) DA KA vl
ILT (ILT w/o scheduling). %}F ILT, FAf i CTC 4
Bt [35] , AR w2v-BERT 4ifid#s sk fa% 55 7E
PRI ILT S, B9 1 PR SCARERS p DA 0.9 #TlR1k. SC
AL p 4FRE 300 NN IRZEER A 0.1 o AR TR
W) ILT o, FAMEA THEE p 0.3 o & 2 BIR, 11K
B ILT fEr A LA S e BEER)E (ASR-BLEU)
WP T LR, IEH TR B ER AR RATIE A,
ENGEIRPET (It-en, Ru-en il Pt-en) 1, Bitif
PR SR . X E S S A T E S AR A IR

UL INAMERY, (EHE I ARG AR 1 aX— IRE. X0 T
BUSE T AR A, R R MBI 2R A 32 A R

Fr-en
ASR-BLEU( 1) / UTMOS( 1
W2VB 9.6/4.35
ASR FT W2VB (baseline) 28.8/4.21
w/o CoT 13.7/4.21

. BeAh, FATHINE GRS 5 (UTMOS) FE# /K-
B, SINFHETLK. &a, ORI ILT 5487051
Ry ILT BT TR, B TRt ae 2 A s .

Ft% 3 R TR IUT d{484E CVSS i 155

k. 5 SpiRitLM N[, HATEHR T ZEFTHE. H
ASR fEME LT, DA SRR S .

FATETF CVSS [20] if K E 1715 5 8055 #3F
(S2ST) 58, CVSS iERER —FI ZHHANZIES
S2ST wHkHE, it CoVoST2 [36] & B SCARIFIE
BRI TIE S A A . CVSS fEMRA: CVSS-C,
HBAER—FREMESES, A& CVSS-T, MIEES T
R . T, AVER T CVSS-C.

e 3 rk, AV T4 HiEn SSL gifdas
HE SCHRTG. RATENX T CoVoST2 Fil CVSS Il Zk4idE
(21 FES N L3iE) %t w2v-BERT Ziig#sit4T T ASR
WiH. w2v-BERT WHUAMH T Adam by, 23R
A 2e—5 . FAH BPE BT —4MK/IH 5 K H%k
P2, HHH CTC HARIGREAEE, K5, AEH
CoVoST+CVSS HIAEs 20 2 w2v-BERT 45 )|
5 k -means, AR K/NK 2048 . FATHAHK H k -means
IR ENTE CATE, A T AT, FA1E%F CVSS
ARG S T4 M08 T LLaMA3.2-1B 2 LM, % LM fin
LAY 12 K 3048 BPE (554 LLaMA fi[H) A1
2048 EF HIG. LM A A Adam {RAbEs 02> R oK
5e—b, EFFN 0.2 . FENGMHERRINE, FIIEAK (
3) HRAT CoT 427, HpiBg R A Al SCARBEAE N b
(G254 T . Ffi16 A ESPnet THAI T w2v-BERT
LM Bl [37] o XTIIEAER, A1 CVSS il
Y% T A G HIFI-GAN BRLSE, %803 &
YoiE B N TESE AR, FE8IC HiFI-GAN o, A AR E
w2v-BERT WG SCETTVE NI, TIAZ mel SinsE. &
{14 B8 LISpeech it )7 2 {# ] ParallelWaveGAN T.H
AL T .

e, FA1EE 1 it T w2v-BERT 19 ASR {3
Al CoT FERMIA RN . BAVE A THIERIFOE (Fr-en) 1
CVSS, FATHE Fr-en I LR TIESHEL, IH1E
MARgE 4 E3T T904h. BEs st ASR-BLEU 4y
BOHATIEAL, Hrh BLEU 240276 Whisper [38] large-

2https://huggingface.co/meta-llama/Llama-3.2-1B

Shttps://github.com/kan-bayashi/Parallel WaveGAN

AT P REDUINE T 1 K AMFEA. ERSGET T, b
A% (B 10 K).

Jeifi (Pt-en) F4E ERNREIRTTS. IEAIFEETT 3 hfiiid
y, EATERA (J5) M (HAR) PR T35
E-SORBIE (L A1 LE ) o o 7SS EAE P U EA 722
SR ILBE, FATRFHS S A B AT S AT L
BeO(%5 2 47858 347) . OI, OUTEH AU B B T1E
45 (3) A SUEC AR L o FAIFM, M
i A\ AT S, e IR 52 B0 T Bl P e
WA MO, FANTERRNTA TR S A E—
A MR P B AR P B SR 5, RS O T RS TS
T SCAFRCAC R AT HE (55 4 47) o FLHORBE, FRAIHE
B LS 5 AT, A DRRRAEISARC ([MASK] )
RIEERTEERIC Sa;, -, So,,, » MAZE BPE. A
WE BRI H & - SO S, MR IRICR . e, AT
BEFN TR L, FAVEA AR ZH (5 5 17) .
FAVBRBAATETE & o ASE IR B SXAESE 1 sy
a; =i-[M/N] b, =(i+1) - [M/N]—1. FNTREF
ANHEFTRSFE A EOMERE T W, XUt B XS Y E R

e 3 fros, BRIk ILT 2 Anfarsgma il 2y,
TEA ERIAE TR 5 -5 SCAR 2 0] 24 2] BB 2R T - FA 1]
T Pt-En gyRZM Tl ILT B, 72 s pY 2 i85
PO B S SOAR BT R BER LU, BIV(S]/IT| - A2 S, T
se Al ILT SR T A28 ERIC 1, o FRATED SR H AR
SitPIEAT I FRATABL, NSO Z A 2K
ANlF], HH R BT SO, FEJRPSI PR 217 ), 78
HARFFI K 13.1 f5, THRIA ILT B#iFRARSCAR LR p |
PR B2 R I, Anla] 3 ° s, SRR IR e o
A EER T RGBSR AR ZAE . AT T iR)E—)2
LLaMA [ RGHCRAS P37 4 Fh i A U0 1) 41 I
(Bt S ) o FATIE T ARTZAMBE, ELIERIR-& FISCA
(st S-T). JEAIEARSCA (sre-tgt T) PAKHEBRSCARIE
i (tgt T-S) ZIEAGHIBIE . FT B, HAMAAE I
UGB BOHE A2 D TS R SCAR Z B K AR F3— 7, TE
I ILT o, i R PR R U B SOAS, TR ISR
Z AR PEAE I B BB . XA B T2 ) TS
A ML), I HAERAHE (LA, p=0) 22>
BIR R R AL AHEEZ R, TR ILT X ScA
FISCAZ [ AR AP A AL S, PSRN 5 A S

SE p = 0.1 I 0 ZEIWAE] T ERIBEER . 92 SCA e ik
T p, FOASCRWBIEG p i, Sk 1 IR L
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Table 2: £ CVSS LayiE 5 2%

F&iF (525T) +

k4, JREFP1EA ASR-BLEU 2 UTMOS 4

F-X A% (ILT) £ ASR-BLEU #EFEA a9k &,

Fo-. by et EE

Fr-en De-en Es-en Ca-en It-en Ru-en Pt-en
(180h)  (119h) (97 h) (81 h) (28 h) (16 h) (7h)
Baseline 28.8/4.21 27.3/4.22 33.5/4.28 23.8/4.17 12.8/4.23 6.0/4.25 10.3/4.17
+Scheduled ILT 29.5/4.23 29.2/4.21 33.9/4.28 25.9/4.21 19.5/4.23 14.1/4.23 19.5/4.17
+ILT w/o scheduling  25.8/4.11 22.1/4.11 21.9/4.29 17.8/4.10 14.4/4.22 6.0/4.12 12.0/4.11
Table 3: £ CVSS Pt-en Lty S2ST K aksf 5, & 1A antz, “Translatotron 2: High-quality direct speech-to-

T ASR-BLEU #= UTMOS ¥4

Pt-en [4]
Scheduled ILT 19.5/4.17
- Interleave input only 11.1/4.18
- Interleave output only 12.6/4.18 [5]
- Mask instead of interleave 6.2/4.17
- Interleave without alignment  11.5/4.16
. | 6]
08
20 0.6
[7]
15 0.4
U 8]
10
/ 0
3 (fﬁ -0.2
0 -0.4 [9]
p=09 07 05 03 01 p=09 07 05 03 o0l
—s—Basc: src S-T —+—Basc: tgt T-S
—e-Base:stc S/T —-Base: tgt S/T o gIIT:5r¢S-T —+ SILT: tgt T-S
—o—SILT: src S/T SILT: tgt S/T -+-Base: src-igl T SILT: sre-tgt T [10]
(a) KA (b) & AEARDLME
Figure 3: £ 4% (Base) #oitX|aydrstdnid (SILT)
thitiz PALREI0EE (S) HUA (T) Z WK Epes [11]
S & E x:luwj p 300 Fi&F A 0.1 ik,
T E R SCAR A .
£hifs 1
A
AT, FAHR T —FB RN GEIE, FRoET 13
LLM (i3 81 E 0% (S29T) it b - SoAil [13]
Zi. TEROA LLM Ja], FRATE A28 e & - SOAR BOTHE "
S LLM g AR, TR R B0 B lTTZ % [14]
SR LG, DA S S SR 315 AR ASSE B
FATAE CVSS JPRE L7 7 S25T Siay, St
e CRE S I TR, (el T i
o, WATRHEX O EY B HAME S XHES &4, Bl
FEXTG RS [16]
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